
Hall: 8.A48
Phonak
Roger technology 
operates on the 
license-free 2.4GHz 
band. The wireless 
communication 
system includes the tiny, virtually invisible Roger 
Earpiece comfortably hidden in the listener’s 
ear, and different types of transmitter-repeater. 
Roger systems are ideal for people working in 
broadcasting and show business, who rely on 
seamless communication with directors, 
producers, and sound technicians.

Phonak will this year be showing a full 
system 
including the 
Roger 
Repeater, 
which allows 
coverage 
wherever you 
are, including across multiple rooms, such as 
from green room to main stage, as well as  
being fully wireless, portable, adaptable and 
easy to use. Also on display will be the Network 
clone tool, which allows the same Roger 
logging data to be shared between several 
transmitters.

Hall: 8.D61 
Genelec
Genelec will be 
demonstrating its 
commitment to immersive 
audio by welcoming IBC 
visitors to its 7.1.4 listening 
room, powered by a 
combination of Smart 
Active Monitors — 
specifically the new S360 
high-SPL two-way 
monitors (see page 12) in 
LCR positions, 8341 coaxial 
monitors as surrounds, and 8331 coaxial monitors in the overhead 
positions. A 7380 SAM subwoofer will be handling LF duties. 

“With the launch of the S360 and 7382, we now have a comprehensive 
range of monitors and subwoofers for all room sizes, SPL requirements 
and listening distances,” commented Genelec managing director, Siamäk 
Naghian. “Besides their compatibility with high-SPL music applications, 
we see the S360 and 7382 finding their place in larger Immersive Audio 
systems. That same precision is at the heart of every Genelec monitor. It 
is why we believe so deeply in the growth of these exciting new 
multichannel formats, and why we have produced the S360 and 7382: to 
realise that immersive potential like never before.”

Hall: 8.B50
Lawo
Lawo will present 
their IP-based 
product range, 
including the 
V__matrix 
software-defined 
IP-routing, 
processing and 
multi-viewing 
platform, VSM IP 
broadcast control 
system and 
SMART system monitoring, and real-time 
telemetry solutions for broadcast networks. 
Lawo will showcase its ruby IP radio console 
and the 3rd generation of mc² IP audio 
production consoles. R3LAY, the touchscreen-
capable virtual radio mixing and routing 
software from Lawo, has just rolled out several 
major upgrades with the release of R3LAY 4.0 
software, the most important new feature is the 
addition of SMPTE 2022-7 support. At IBC, 
Lawo will introduce a spectacular “new audio 
product”, leaving the limits of current console 
designs behind, new virtual modules for V__
matrix, plus the next step for integrated remote 
‘at-home’ productions. 

Hall: 8.D50
Sennheiser

On show will be the SK 6212 mini-bodypack 
transmitter for the Digital 6000 wireless 
microphone system. Available in early 2019, the 
mini-transmitter is an ultra-compact package 
with the same reliable and intermodulation-free 
transmission as that offered by the other 
Digital 6000 transmitters. The Essential 
Omni series of lavalier and headset 
microphones also make their European debut, 
bringing the accepted core acoustics of the 
MKE 2 and HSP 2 to a new audience at an 
attractive price. 

The workflow of binaural audio recording and 
processing is the main focus of AMBEO at IBC, 
the dearVR Spatial Connect mixing software 
from Sennheiser partner Dear Reality will be 
demoed. There will also be a variety of binaural 
audio recordings to round off the presentation.
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Audio@IBC: New products
What you gonna see at RAI? Here’s your briefing on the latest hardware and software… 

Hall: 8.D56 
HARMAN 
HARMAN Professional Solutions 
will be showcasing ‘The Studer 
Vista 5 Black Edition (BE)’ at IBC 
2018. The Vista 5 BE combines a 
Studer control surface with 
support for the industry-leading 
Infinity Core processing engine. 
Available in 22, 32 and 42 fader 
counts. The console’s features 
include Studer’s unique and 
patented Vistonics and FaderGlow 
technology, increasing visibility and improving reaction time in an 
environment where there is no second chance. ‘The Studer Vista 5 BE’ 
also accomodates an optional TFT meter bridge.

The Vista 5 BE supports Studer’s range of Infinity Core products, 
including the Infinity Core 300, 600 and 1000, and the new Compact 
Infinity Core, 300 and 600 versions and the Compact Core Link Card, 
Studer’s Infinity Core Commercial off the Shelf (COTS) solution. This 
IT-friendly solution allows customers to run Studer’s real-time audio 
processing on their own server hardware by adding a PCIe Infinity 
CoreLink card.

Harman will also be presenting Studer’s fully scalable ‘Studer Glacier’ 
modular on-air custom tailored consoles.
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Hall: 8.D56
Nugen Audio
“Following the introduction of 
updated ITU guidance for the 
measurement of multi-channel 
audio beyond 5.1, NUGEN will 
update its Loudness Toolkit family 
of products in order to enhance 
the workflow for engineers in the 
industry,” says Jon Schorah, 
founder and creative director, 
Nugen Audio. Newly released post-production bundles as well as the Loudness Toolkit bundle of 
products will be on display for the first time. 

The Loudness Toolkit, which includes the VisLM loudness meter, ISL limiter and LM-Correct quick 
fix tool, will natively support track counts of up to 7.1.2, suitable for monitoring and limiting Dolby 
Atmos bed tracks in real time. LM-Correct will be updated to handle 7.1 and 7.1.2 de-interleaved files 
offline (in addition to the existing stereo and 5.1 support) and natively handle 7.1 and 7.1.2 tracks in 
the Avid and Adobe timelines, when applicable. 

Hall: 8.C61
Calrec
Calrec is previewing its new Impulse core, 
their next generation processing platform. 
The Impulse core is a powerful audio 
processing and routing engine with AES67 
and SMPTE 2110 connectivity, compatible 
with existing Apollo and Artemis control 
surfaces, providing a simple upgrade path 
for customers. 

“Impulse is a very robust and scalable 
DSP platform that illustrates a clear 
direction for Calrec’s future development, 
giving our customers a fully defined upgrade path as they transfer to IP infrastructures,” 
said Dave Letson, Calrec’s VP of sales. “In addition, future scalable expansion will allow up 
to three DSP mix engines and control systems to run independently on a single core at the same 
time, providing the ability to use multiple large-format mixers simultaneously in an extremely 
cost-effective and compact footprint.”

Impulse provides 3D immersive path widths and panning for NGA applications, 5.1, 5.1.2, 5.1.4, 7.1, 
7.1.2 and 7.1.4 input channels, busses, monitoring and metering are available. Height and 3D pan 
controls are provided, and paths of all widths can co-exist within a mix and be routed to/from each 
other with flexible panning and down-mixing built in. “It utilises the next generation 
of Calrec’s award-winning Bluefin DSP technology — Blu3fin — with five different user-upgradable 
DSP packs,” Letson explained, “all of which will be available from launch and range from the 256 
input channel XS Pack to the 1,122 channel XL Pack. Impulse provides more than 400 independent 
busses; 192 mains/groups, 48 auxes, 96 tracks, with 3 AFL and 3 PFL immersive busses.”

Hall: 8.E61
Sonifex
Sonifex will be showing 
a number of new 
products which enable mixing and monitoring of AoIP streams as well as having physical inputs and 
outputs. The AVN Portal range of mix engines consist of three main units with options for front and 
rear panels. The Portals’ versatility allows them to be used for any applications where mixing of 
signals is required, e.g. an 8 channel clean-feed generator, to send 64 streams of IFB to connected 
belt-packs, or as an 8 output zone mixer. They can be combined with the Sonifex AVN-HA1/
AVN-HD1 headphone amplifiers to create a headphone distribution system, with dynamic, remotely 
controllable input mixes.

The AVN-PA8 Portal has 8 stereo analogue line inputs & outputs; AVN-PD8 Portal has 8 x stereo 
AES3 digital line inputs & outputs with individual input sample rate conversion, and gain 
adjustment; the AVN-PM8 Portal features 8 mic/line inputs and 8 stereo line outputs.
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Hall: 8.E85
DirectOut 
German audio network and interconnectivity 
specialist, DirectOut Technologies, will launch the 
first member of a powerful new broadcast 
product family, with extremely flexible applications. The PRODIDGY.MC is a modular audio 
converter and audio router supporting multiple formats, with flexible I/O, and networked audio and 
control capability, in a compact 2RU package. The new hardware is the first in the forthcoming 
PRODIGY series.

 The approach taken by DirectOut in the design of PRODIDGY.MC is the result of a decade of 
experience gained in designing and distributing multichannel audio converters and routing systems. 
“We are fortunate to be able to say that DirectOut has developed a lot of versatile products for 
professional clients’ exciting and demanding projects in different vertical markets during the past 
ten years,” comments CEO and Sales Director, Jan Ehrlich. “It is always our aim to turn the feedback 
we receive from our clients into new solutions in order to meet their requirements as completely as 
possible. Recent years have seen the need for more flexibility, modularity and state-of-the-art IP 
technology increase drastically.”

PRODIGY.MC provides I/O based on eight channel modules. Line-level, microphone and AES3 
(including SRC) interfaces can be combined up to a total of 64 inputs and outputs in a single 2RU 
rack space. In addition, PRODIDGY.MC hardware supports MADI and a network audio option 
— while its two MADI slots can be equipped with BNC, SC optical and SFP modules, an optional 
board adds Dante, RAVENNA (AES67) or SoundGrid connectivity to this very powerful device.

Hall: 7.B55 
AVID
AVID have fielded some interesting production pros 
whose presentations should not be missed: Maryann 
Brandon, Oscar-nominated editor on Mission Impossible 
III, Super 8, Star Trek, Star Trek Into Darkness, and Star 
Wars VII, The Force Awakens — speaking at 2:45pm on the 15th; and Dirk Westervelt, VFX Editor on 
Guillermo del Toro’s Blade 2 and Hellboy — on the 16th at 10:25am.

AVID will showcase a raft of product updates: MediaCentral has been given a next-gen 2018.6 
upgrade, with a boat-load of new features, available to all current MediaCentral, iNews and Interplay 
customers. There’s a completely new, intuitive UI making it easier to search, edit, collaborate and 
publish content from any workstation, laptop, or mobile device of your choice. Within the Asset 
Management module, AI (Artificial intelligence) and sophisticated algorithms help identify the 
content of media assets, with phonetic indexing based on software licensed from Nexidia in 2017.

Hall: 8.D56
HHB 
Communications

Wohler Technologies will showcase its iAM 
range of IP monitoring solutions, together with 
a selection of legacy products, on HHB 
Communications stand. The iAM MIX, iAM 
AUDIO and iAM VIDEO will be available for 
demonstrations with the very latest SFPs, 
including a new SMPTE 2110+2022 6 receiver 
and an SDI to HDMI/DVI converter. The iAM 
range provides a number of multichannel audio 
and video monitoring and metering 
options, including 3G/HD/SD-SDI, analogue, 
AES3 and MADI inputs, and options for Dolby 
and AoIP formats.

The Dolby Atmos Mastering Suite, reviewed 
in Resolution v16.6, includes the Home Theater 
Renderer software that has been developed to 
run on a Dell server fitted with MADI cards. An 
upcoming update, previewed at the 2018 NAB 
Show, adds the long-awaited Mac-based 
option as well as a Dante card option, enabling 
the software to run either in Windows with a 
MADI or Dante interface, or Mac with MADI or 
Dante I/O.
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Hall: 8.D83
Solid State Logic

SSL is showing a range of new hardware solutions at IBC this year, 
including the new S300-32, a 32-fader compact broadcast console for 
SSL’s System T broadcast audio production environment, and new 
additions to the SSL’s Network I/O transport, routing, and control 
devices range.

The S300 compact broadcast console is a fixed layout control surface 
in 16+1, and now 32+1 fader versions that can be combined with any 
System T network objects (control, Network I/O, and processing 
engines), as part of a larger installation, or in stand-alone configurations.

SSL is responding to broadcaster demand with the first European 
showing of a major new feature set that places support of immersive 
audio for ATSC 3.0, Dolby Atmos, and MPEG-H at the heart of System 
T’s software architecture. SSL’s new 3-axis co-ordinate panning for 
System T incorporates 2- or 4-channel overhead speakers into the 
available channel and bus formats. As well as positioning mono and 
stereo sources in a 3D sound field, System T can accept multi-channel 
3D sources and fine tune their spatial components as they are added to 
the final production mix. This is essential in multilingual sports 
productions where effects and ambience multichannel 3D ‘beds’ will be 
used extensively as the basis of the individual program mixes.

Hall: 8.E96
Merging Technologies

Pyramix, Ovation, VCube, Horus, Hapi and ANEMAN will be on show  
on the stand Merging is sharing with its Swiss neighbours, PSI Audio  
and Sonosax. Pyramix 11.1 offers the tool set for Object Based Audio 
production and can generate files for MPEG-H or ADM (Audio  
Definition Model). Support for VST3 plugins has been added with  
routing now available on the plugin UI. The timing of this release 
coincides with a revision of the packs on offer, with some price 
reductions and an increase in output buss counts for Native versions. 
Major plug-in suppliers like Cedar and Flux have also adjusted prices in 
favour of the customer.

ANEMAN was launched at IBC 2017 and captured a number of awards 
for innovation. This Audio NEtwork MANager was introduced to control 
and monitor devices from several manufacturers. One year on, ANEMAN 
Enterprise is being shown as the optimum method of controlling 
networks in larger facilities with considerable scope for customization. 
Enterprise allows multiple users to access the system at the same time, 
offers enhanced diagnostics, logging and can assign access rights to 
individual zones. Merging will be inviting enquiries from OEMs who may 
wish to use one of the VAD’s or the company’s ZMAN network module 
for AES67/RAVENNA ecosystems.
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Hall: 8.D98
CEDAR Audio
CEDAR Audio is 
dedicated to the 
research and 
development  
of noise 
suppression 
systems for 
post, broadcast, 
remastering, 
archiving and 
audio forensics. 
This year, 
CEDAR will be 
highlighting the 
DNS 2 dialogue noise suppressor which can be found on the sets of major 
movies and TV productions, as well as in the field for live broadcast. The 
Resolution review (v15.8) of DNS 2 is available to read in the review 
section of our website.

The DNS 8 Live will also be on show, and the latest CEDAR Cambridge 
workstation — the tool of choice for the most demanding restoration 
requirements. Alongside these, there will be the new CEDAR Studio 8 
suite of plug-ins for post: a range of AAX, VST 2, VST 3 and AU plug-ins 
(as well as a standalone version of Retouch). Its eleven advanced 
processes allow users to eliminate a wide range of common problems 
and significantly improve sound quality.

Hall: 10.B41
TSL Products

The company is featuring the latest capabilities for its PAM1-IP and PAM2-
IP Precision Audio Monitors supporting SMPTE ST-2110 networks, as well 
as debuting the MPA-1 Mix SDI, MPA1-MIX-8 and MPA1-SOLO-8 Studio 
Audio Monitors to the European market.

In response to the industry’s adoption of ST2110, TSL Products’ PAM1-IP 
and PAM2-IP products now support this standard. The PAM-IP, “the only 
unit in the world capable of monitoring uncompressed Video and Audio 
Monitoring for SMPTE 2022-6 and SMPTE 2110 networks”, also now 
supports Ember+ protocol for edge device control within IP networks. 
With two 10Gig/E SFP+ ports included on the PAM1-IP and PAM2-IP, 
customers can monitor audio carried within ST2110 and ST2022-6 
multicast streams. Using SNMP, TSL Products’ MPA1 Confidence 
Monitoring was developed to meet the IP workflow requirements of 
Canal+ Factory in France — the addition of SNMP control allows operators 
to remotely control any MPA1 audio monitor from any control panel. 
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